VolIP brana Linksys PAP2

Priru¢ka ku rychlej instalacii

VoIP brana sa pripaja cez ethernetovy kabel daaalebo switchu. Po prepojeni sa pri
zapnutom routry aj brane rozsvieti kontrolka ,Etiedf. V routry kde sme zapojili VolIP branu si
zistime IP adresu pridelenu brane alebo si pripofiehefén do vystupu Phone 1 a zdvihneme
sluchadlo. Stldme **** (4 x hviezdicku) a potvrime stk&enim # (mriezky). V slachadle budeme
pocut’ hlasové menu VolP brany s ktorého zadamgslo 110 a potvrdime stianim #

(mriezky). Nasledne nam VolP brana oznami (v d@tigkt), cez synteticky hlas, aktualne pridelenu
IP adresu. Adresa bude oznameréselnom forméate, napr. 192.168.1.5. Tuto adrepoznaime

a zadame do webového prehliaaldinternet Explorer, Firefox... ) do riadku s adresongitame

si stranku. Pokiabola zadané spravna IP adresa, zobrazi sa webréwlias zariadenia.
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Ako prvé si zaklikneme vpravo Admin Login.
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Vo vrchnom menu klikneme na ,System* a vyplnime
-v ¢asti Optional Network Configuration
Primary DNS 195.80.171.

Secondary DNS 195.28.64.11
Primary NTP server: ntp.slovanet.ne
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Advanced View 0 Uszer Login

System Configuration

Restricted Acoess

Domairs: L -
Enablz Wek Server: | pes |E Wk Server Port: |80
Enahble Web Lcdmin _ y
ACCEsE EEEJZI i Ardmin Passwd:

User Password:

Internet Connection Type
| DHCP: yes IQ

Static IP: ] Methask:

i 195.80.171.4 | 195.28.64.11¢
ptional Hetwork
Hosthlame: | Domain:: B :
Prinery DNS 195801714 £ seconceryOns: 19564113 T | ntp.slovanet.net

DNS Server Oroer Marual 'Lv | DNS Quiery Mode: Paralel |

Syslog Server: Debug Server: [

Debug Level | 0| Primary MTP Server: :H.tp.s-.lovanét.net.

V menu SIP nastavime pri Remove Last Reg yes
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Advanced View

SIP Parameters

Itz Forsvard: ?D Mz Redirection: [5
Wi Suith: [2 ' it Mame: | $VERSION

SIF Server hame: W_EF!S Vybenem e yes }nguage: L

DTHF Relary MIME
Type:
Remove Last Reg: yes |

applicaor . ME Type: appliation/hack
Use Compact Header: | no E]

V menu Regional zmenime tieto polozky
-v ¢asti Control Timer Values

Interdigit Long Timer 7
Interdigit Short Timer 3



Control Timer Values
(sec)

Hook Flash Timer Min: |1 | Hook Flash Timer Max: | 9
Callee On Hook Delay: JD— -
Call Back Expires: '-{ SDD-
Call Biack Delay: [5

Reorder Delay: |5
Call Back Retry Intvl: |30

W Refresh Intyl:
|12
CPC Delay: |2 CPC Duration: o

-v ¢asti Miscellaneous

Interdigit Long Timer; j3 : % Interdigit Short Timer:

Time Zone GMT+1

GMT+1 |

| Set Local Date
(mimiclcl); L ; =
Time Zane: GMT+01:00 | 4 FAS Port Impedance: | BO0 !—\a
FXS Port Input Gaine |3 B FXS Port Output Gain | 3 1
i DTWF Playback
DTMF Playhack Level: |16 . Rt | 1:
Detect ABCD: yes |\ﬂ Flayback ABCD: e

A
G

Caller DMetha: | Bellcore(N AmerChira] || FXS Port Pawer Linit: | 3 v

V menu vyberieme Line 1

-v ¢asti Network Settings vyplnime textové polia:
SIP TOS/DiffServ Value : Ox6&
RTP TOS/DiffServ Value : 0xb8

-v ¢asti SIP Settings

SIP Port 5060
SIP Debug Option  full
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Phone Adapter with 2 Ports for Voice-Over-IP

Voice

Info System SIP Provisioning Regional Line2 User1 User2

Advanced View

l Line Enakile: EL\H

Streaming Audio Server '
{SAS)

[ siepaas ’___V]_D I:IV "S-It.&.vls DLG Refresh §D
S4S Inbound RTP B
Sink:

HAT Settings

| MAT Mapping Ensble: | no :vl

| MAT Keep Mlive Mg |NOTIFY

MAT Heepr Alive | g e
Enzhle: M
e Alive Dest: | $PROY

Hetwork Settings
| SIP TOSDiffSery
walle:
RTP TOSDif{Sery
| Walue:

ork Jitter Level i_high |g

5060 1
SIP Patt: S0E0

. o —"I
S
o Vybrat' Full ‘
EXT SP Part _ .
S Debug Optior: | full =T |RTF TagTe L '

| Restrict Source IP; no |

-v ¢asti Proxy and Registration

Proxy :sip.slovanet.net
Use Outbound proxyno



-v ¢asti Subscriber Information

Display Name . pridelené telefontislo aj s predvibou
User ID : pridelené telefonnigslo aj s predvibou bez medzery
Password : pridelené heslo ku telefonnesisiu

sip.slovanet.net

Proxy and Registration

Priey: sip.sldvaﬁét.net | Usge Quthound Prosy; |I

Outhaund Proxy: | g;?og:a Rrasyin !no —

Register: yes v Make Callvithout Reg: |

Register Expires: éED_Du- 1 Anz CallWithout Reg: | no il

Use DNS SRY: o v el g |

Proxy Falloack Intvl | 3600 Telefénne éisloﬂf Telefonne¢islo
Dizplay hame: IIilnka‘I | Uizer IC: 0322850008

pusisme | e l |n_D_IC_]
Suth D Heslo 7
Mini Certificate:

SRTP Private Hey:
-v ¢asti Supplementary Service Subscription

Call Waiting Serv  : no

Supplementary Service
Subscription -

CallvWaiting Sery: no i

Vybrat' NO |

-v ¢asti Audio Configuration

Prefered Codec G711a
G729a Enable yes ; G723 Enable no ;G726-16 Enable :no
G726-24 Enable no ;G726-32 Enable no ;G726-40 Enable :no

Audio Configuration

Preferred Codac: | o Iv]
Lze Pref Codec Only: | ediurn IQ
7293 Enable:

5723 Enahle;
G726-16 Enahble:

G726-24 Enable:

72632 Enable: no |wd p O
G726-40 Enable; (gls] iz@x Passthru Codec:
Pokid mame pridelené 2 telefontisla treba eSte nakonfiguravdruhd linku. V menu klikneme

na Line2 ad’alej postupujeme ako pri Linel, ale pri poloZke Bti#t napiSemeislo o 1 vyssie,
napr.5061.

Pre uloZenie nastavenia klikneme nditllo Save Settings. VoIP brana sa reStartuje dasiilma
SIP server¢o spozname rozsvietenim sa kontrolky Phone 1 Rispne 2.

SaveGetings Cancel Settings
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Pozn.

Reset do vyrobnych nastaveni sa da vyKaba cez hlasové menu. Pripojime telefénny pristmj

konektoru Phone 1. Zodvihneme slichadlo &stla **** (4x hviezdic¢ka). V slichadle bude pot’

hlasové menu a pas neho stidme 73738 a potvrdime #, po ozndmdaiSich moznosti sttéme 1.
Po tomto kroku sa zariadenie resetuje do vyrobmastaveni a zaroiesa aj reStartuje.



